Abstract. As one of the key technologies of radar electronic warfare systems, Digital Instantaneous Frequency Measurement (DIFM) technology need to measure signals intercepted quickly. The traditional method of instantaneous frequency measurement is to translate the frequency information into phase information to complete the measurement of the frequency. This paper presents a modified phase measurement method which uses CORDIC algorithm, which is suitable for implementation in FPGA for avoiding using the multipliers. On this basis, the frequency of the signal can be calculated, using MATLAB simulation tool to test its performance, and finally, this method is implemented in the FPGA simulation. The simulation results show that this method has high accuracy, good benefits instantaneous frequency measurement for single-frequency signal, suitable for modern electronic warfare digital receiver digital instantaneous frequency measurement needs.
Introduction
In a complex electromagnetic environment of modern electronic countermeasures, it is required that a microwave receiver is able to measure the frequency of an intercepted microwave signal over a large bandwidth, which has been the focus of worldwide research technology [1] . Due to the carrier frequency is a very important parameter, so in most of the electronic warfare system, the instantaneous frequency measurement receiver is often used for the reconnaissance of radar carrier frequency [2] . For single carrier pulse radar system, the receiver is required to measure the frequency of the carrier in a timely manner [3] . If the result is not located in the frequency of the system requirements, then the calibration parameters need to be provided immediately [4] .
In this letter, we propose and demonstrate a new method to realizing DIFM based on CORDIC operations. This method is suitable for the measurement of single frequency signals with high precision and fast frequency. At the same time, this method can also be applied to the frequency modulation parameters of linear frequency modulation signal measurement.
Principle
Delay Line Correlator Instantaneous Frequency Measurement. The main idea of Instantaneous frequency measurement technology is to convert frequency information to phase information in order to we can measure it directly [5] . In the traditional methods, delay line correlator and standing wave generator device are used to convert frequency to phase information [6] . After that, the phase information is extracted and codded by phase comparison approach [7] . Single correlator schematic diagram is shown in Fig 1. The delay line in the graph sometimes can be phase shifter instead [8] .
The microwave signal is divided into two roads in the same power. One of the two roads of signal went through the delayer, and the other didn't. After that, the correlator completed phase comparison, in fact, this also completed the transformation of the frequency information to the phase information. In theory, the delay line correlator implementation of instantaneous frequency measurement can reach the 5th International Conference on Education, Management, Information and Medicine (EMIM 2015) measuring accuracy better than 1 MHz. The measurement accuracy depends on the performance of each circuit constituting the system. For a fixed frequency, the longer the length of the delay line was, the higher the precision of frequency measurement can get.
Digital Implementation.As shown in Fig 2, the steps of the digital method to implement the delay related frequency measurement are as follows:
(1) Radio frequency signal is transformed into digital signal by sampling and frequency conversion;
(2) Three way with the same frequency signals are got after the 90 degree phase shift and time delay τ respectively; (
3) The phase difference of the cosine component is gotten after the multiplication of the first and the third way signal passing through the low pass filter. By the same token, the phase difference of the sinusoidal component can be gotten by the second and the third way signal; (4) The tangent value of the phase difference can be gotten after two orthogonal signals implementing the CORDIC algorithm. On this basis, we can get the value of the phase difference.
We assumed that the digital signal after the digital down converter (DDC) is:
We assumed that the phase difference:
Then we do multiplication:
After the low pass filter and filtering out the double frequency component, we got two orthogonal signals:
Next, we make CORDIC arithmetic on the two orthogonal signals. The basic formula of CORDIC algorithm is as follows. In the formulas, 
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It is important to note that   , IQ ss is the sine and cosine function of   respectively. Therefore, when   makes cycle changes, the phase output also can produce periodic changes [9] . According to the plus or minus sign of the sine and cosine of   , we can calculate it accurately.
Experimental Results
In the testing, we use the single frequency sine signal with white gaussian noise to simulate the method. As shown in Fig 3, we use MATLAB to generate the data points with the frequency of 30 MHz. Due to the phase calculation method for frequency measurement is very sensitive to the effects of the noise, so the precision frequency can be obtained by multi-point average [10] . Figure 4 shows the analysis of the effect of on the frequency measurement results. At this point, the signal-to-noise ratio (SNR) is 5 dB, the data points is 1024. Which can be seen from the diagram is that as the changes, the mean square value of the frequency measurement error also changes periodically. The closer the gets to the integer times of , the smaller the mean square value error is. Figure 5 shows the analysis of the effect of the SNR on the results. At this point, the amount of delay is 0.6 , the data points is 1024. As we have seen, when the SNR reaches 5 dB, the mean square error (MSE) of the results at about 0.5. With the further increase of the SNR, the RMSE value will further decrease. We made many times of simulations for different signals with different SNR and the amount of delay. Which can be seen from the data is that this method can get good phase and frequency estimation. Table 1 shows a set of the frequency measurement data of one of the experiment results. At this point, the data points are 1024 points. SNR is 5dB and the amount of phase delay is 0.6 . As we can see from the data, the instantaneous frequency measurement precision is basically around 0.1 MHz. Pulse frequency measurement precision can reach within 100 Hz after a multipoint average operation. 
Discussion and Conclusion
This paper puts forward a digital implementation of delay frequency measurement based on the CORDIC algorithm. This method avoids the use of multiplier, which can reduce multiplication resources in the FPGA implementations. This method can be helpful for engineering implementation. Due to the existence of nonlinear computation, this algorithm is only applicable to the frequency measurement for the high SNR signals. The simulation results show that under the condition of the SNR is greater than 5 dB, this method has better performance. 
